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Abstract. This study is carried out for Department of Linguistics and
Intercultural Communication, FEFU. The goal is to create a computer simulator
that allows reproducing the process of production and perception of foreignaccented speech in the context of intermediary language communication. The
work of the simulator is based on the principle of evolutionary modeling with
variable model parameters and different sets of input data. This will provide
researchers with the instrument to reproduce various communicative situations
occurring among non-native speakers of English in Asia Pacific Region.

1 Introduction
Sociolinguistic aspects of the problems related to interlingual and intercultural
interaction, along with the practical need to increase the efficiency of Englishmediated communication in the actively developing multiethnic Asia-Pacific region
(APR), emphasize the relevance of this study. Formed as a result of the diverse
linguistic and cultural contacts between East and West, the APR’s polilingual and
multicultural “space” demonstrates unique structural and functional features. These
are determined by two types of forces — “centrifugal” and “centripetal”, which act
simultaneously, due to the objective linguo-cultural heterogeneity of this “space” and
its residents’ pursuit of comprehensive integration through common intermediary
language. Since the Russian Far East is intended to offer an integrative platform for
the globalization processes in the APR (as set by RF Government Strategy for the
development of the Far Eastern Region and Transbaikalie until 2025), a
comprehensive study that aims to provide a toolkit on how to conduct an effective
dialogue in English as a lingua franca in such a specific region of the world, is vastly
significant.
It is the pragmatic steps needed for global intercultural interaction in the modern
world that demand new approaches to examining the problems of language and
culture contacts, taking into account the data obtained in recent comparative
typological, neuro-, psycho- and sociolinguistic, linguistic and culturological,
linguodidactic and other studies. At the same time, the description of the linguistic
and cultural specifics of the APR from the standpoint of contact variantology of the
English language requires special attention. This is because the linguistic situation in
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the APR, and its East Asian part in particular, is different from the European one, as it
is characterized not only by ethnocultural distantness, but also by genetic and
typological heterogeneity, and, consequently, by mutual incomprehensibility of the
region’s numerous autochthonous languages and dialects. Additionally, while the
majority of European languages received a detailed description of genetic, typological
and areal features in the linguistic literature, the same is not true about East Asian
languages. For instance, even the kinship ties of the neighboring Korean and Japanese
languages, both having rather high communicative ranks, have not yet been proven, or
distinctly identified [30, 33]. In this regard, it is of undisputed interest to set and
perform a number of research tasks, among which the most crucial are the following:
1) to define the patterns of contact between English and the heterogeneous group of
the genetically distant autochthonous languages of East Asia; 2) to identify the
typology of phonetic variation in the speech of East Asian-English bilinguals (through
the prism of cognitive processes occurring when acquiring the sound system of the
second language; also considering features of late bilingualism, as well as a general
course of native and non-native language evolution in an individual, etc); 3) to draw
the effortful listening models reproducing the perception of East Asian-accented
speech (including the description of mechanisms of perceptual adaptation to accent
variability), and others. The results of such an interdisciplinary multitargeted research
are greatly desirable in view of the necessity to reconsider the methods of teaching
English as the language of international communication in APR, taking into account
its de facto linguistic diversity (namely, its phonetic and phonological variability). It
is vital to train highly competent interpreters and professionals in regional and
international relations, who will be further employed at the Far Eastern labor market,
therefore, contributing to the successful integration of the Russian Far East into the
APR, and, hence, interpenetration of national cultures — Russian, European and East
Asian.

2 An evolutionary approach to language modeling. Model idea
Specialists in the field of linguistics distinguish a hierarchical structure consisting of
elements (language units) with various functions and properties in a natural language.
The same elements are found in the speech of different speakers of the language,
which determines their linguistic community. Acquiring a native or non-native
(second / foreign) language, a language user reproduces elements and higher-order
structures consisting of those smaller units, found in the speech of other members of
the relevant language group. This reproduction does not mean exact copying, but
implies some modification that eventually brings noticeable changes in the language
(cf. ancient Russian and modern Russian). Based on these prerequisites, the authors of
the study consider it possible to apply an evolutionary approach to the modeling of
language processes, both on a large time scale and on a small scale.
The modeling of the communicative process in a group of language speakers can
be attributed to the direction of evolutionary modeling “Artificial Life”. There are
many computer models of the so-called "Artificial Life" [1, 7, 19, 20, 27, 28, 34, 38].
The general idea of computer simulation of evolution comes down to creating a
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population of agents that have the property of reproduction, as well as a set of some
other properties that determine their behavior. Among such properties may be the
following: the ability to acquire and lose some resource (the ability to feed and
expend energy), the ability to receive signals from the environment, including those
from other agents, the ability to act on the basis of these signals, the ability to analyze
signals from the environment and make decisions about follow-up actions based on
this analysis, etc. There are many studies in this area that simulate certain aspects of
the evolutionary process, such as changes in food resource volume, the presence of
motivation for various actions (energy accumulation, reproduction, etc.), the
coexistence of competing groups, the coexistence of groups in the predator-prey
model, etc.
We define the natural language of the species as a means of organizing and
transmitting information within the group of individuals of this species. The idea
behind the model is that a language can be represented as a resource consisting of a
set of structural elements distributed in a group of language speakers, as shown in
Figure 1.

Figure 1. The scheme of interrelations in the group of language speakers, where the language is
represented as a distributed resource

As a result of communication, the resource is redistributed, with more copies being
created for some elements than for others, as a result of which selection occurs. If an
individual speaks several languages, the linguistic systems interfere with each other;
thus, elements of one language can be replaced by elements of another, or mistakenly
recognized.
The developed software system is a simulator of a commutative process with
variable parameters. The basis of the work of the PS is a mathematical model of the
subject area, describing the data and laws in a form in which they can be translated
into program code. To solve the task, an ontological approach was chosen. It allows
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you to get the necessary transparency of the model and implementation, which in turn
makes it possible to discuss the model with a wide range of subject matter experts,
make necessary adjustments and take proposals into account.

3
Modeling the structure of a language with regard to the
dichotomy of language and speech

Figure 2. Scheme of language / speech organization

In accordance with the ideas of specialists in modern acoustic phonetics and
phonology, human speech is a sequence of sound signals with different spectral
characteristics. The minimal segment of speech signal is considered to be the phone
— a sound that has unique individual characteristics distinguishing it from other
phones. In view of speech-language dichotomy, the phone as a minimum speech
segment correlates to the the phoneme as a minimum abstract sound unit of a
language.
Unique phonemic sequences, through syllables (irregularly in phonemic
languages, regularly in syllabic ones), encode semantic units, which in turn are
combined into syntactic sequences correlated with semantic categories, as shown in
Figure 2.
For our software system, we have identified the following categories of speechlanguage elements:
 Phoneme — the minimum abstract linguistic unit that is realized via phone in
speech signal.
 Syllable — a sequence of phonemes. A syllable is such a sequence of
phonemes that is valid. There exist sequences of phonemes (two or more
phone segments) that are not syllables.
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Word (or morpheme) — syllable sequence that is associated with meaning.
The word (morpheme) may be equal to a syllable or may include several
syllables. A set of words is a subset of valid syllable sequences. There exist
sequences of syllables that are not words — pseudowords.
 Syntagma (= phrase as a grammatical unit) a sequence of words. A syntagma
can be equal to a word or it can include several words. A syntagma is
considered such a sequence of words that is valid. There exist sequences of
words that are not syntagmas.
 Phrase (= sentence as a grammatical unit) is a sequence of syntagmas. Phrase
(sentence) is considered such a sequence of syntagmas, which is valid. There
exist sequences of syntagmas that are not phrases (sentences).
 Acoustic-articulatory pattern — a phoneme or syllable parameter (phoneme
combination), which characterizes the relationship of a language unit with
other units that have this parameter. The set of all available parameters in the
language is a list of acoustic-articulatory patterns, an unordered set.
 Syntactic category — a word, syntagma or phrase (sentence) parameter
characterizing the relationship of a language unit with other units that have
this parameter. The set of all available parameters in the language is a list of
syntactic categories (conditionally, parts of speech or syntactic constructions),
an unordered set.
 Semantic category — a parameter of a word (morpheme), a syntagma or a
phrase (sentence), which characterizes the relationship of a language unit with
other units possessing this parameter. The set of all available parameters in
the language is a list of semantic categories (conditionally meanings), an
unordered set.
Speech-language elements in the model are combined in a hierarchical structure,
where each next element consists of some sequence of simpler elements. In this case,
not all sequences of elements are valid, which models syntactically and semantically
understood speech.
According to modern studies, acquiring a foreign language in adulthood takes
place using the same mechanisms that are involved in children [14]. With the
presentation of a new word (or pseudo-words), a memory trace is formed in the brain
(a group of neurons that reacts to the presentation of an appropriate stimulus). Each
new appeal to the formed memory trace activates it and increases the efficiency of the
response. In this case, the activation of the memory trace associated with a word
occurs not only with active use (pronouncing the word), but also with the passive
presentation of the word, even when the listener does not focus his/her attention on it
[25].
In order to simulate this process, in the individual language (recognizable set of
elements) of a language speaker, or the agent, we have identified a passive
(understood) and active (used in speech) subsets, so that the active subset is included
in the passive subset, and the passive subset is in turn included in the whole set of
elements forming the individual language. The inclusion of a structural element of a
language into one or another subset is characterized by the value of its presentation
counter.
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Figure 3. Scheme of speech-language organization in the model

In the model, the agent's language memory is a repository of data structures, which
are a pair of “language element — entry counter”.
Agents can communicate with each other — transfer a language resource to each
other by copying, and thus acquire a language — accumulate a language resource. As
a result of this process, the distribution of the language resource in the group is
changed. A comparison of the distributions before and after simulation can give an
idea of how certain factors influence the adaptation of language speakers to various
communicative situations.

4

Simulation of speech recognition process

Speech recognition by the human brain is a complex, evolutionarily developed
mechanism that allows an individual to decode a sound signal and relate it to the
abstract semantic categories stored in memory. According to modern studies [3–6, 8–
14, 16–18, 23–26, 29, 31, 32, 35–37, 39, 41–44, 46], speech signal processing is a
process divided into two streams, each of which has its own specialization, as shown
in Figure 4. These two streams in modern neuroscience are called dorsal and ventral.
As a result of the primary processing of the auditory signal, the spectral and temporal
characteristics are extracted and compared with the time grid, which leads to the
division of sound into phonemes. In the dorsal stream, a sequence of phonemes is
matched with articulation actions that would lead to the reproduction of these
phonemes. In the modern view, this process is necessary for cleaning the noisy speech
signal, as well as for learning new speech skills. One of the functions of the dorsal
stream is the prediction of phonemic sequences, which, apparently, facilitates the
extraction of the spectral and temporal characteristics of a speech signal by reducing
the number of possible options for matching. In addition, the syntax processing
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function is also associated with the dorsal flow (at least partially), since it is in the
dorsal stream that the processing of sequences is implemented taking into account the
order of presentation of elements. The ventral stream correlates with the display of the
speech signal on the space of abstract semantic categories. One of the functions of the
ventral stream is also the prediction of speech input, but not in the form of a phonemic
representation, but in the form of a semantic graph. The result of this mechanism is a
one-to-one mapping of the speech signal on the semantic network.

Figure 4. Conceptual diagram of the model of a two-stream processing of a speech signal

In the model, we ignore the spectral and temporal characteristics of the sound, setting
the correlation of phonemes with articulatory patterns in an explicit form. Correlation
of words and phrases with semantic and syntactic categories is also specified in an
explicit form. The processing of a speech signal in a software system is divided into
three “streams” — acoustic-articulatory, syntactic and semantic. Each “stream” is an
algorithm for processing a phonetic sequence, but based on different systems of rules.
In the acoustic-articulatory “stream”, the phonemic sequence is matched with the
acoustic-articulatory patterns, forming the acoustic-articulatory presentation of the
utterance, in the syntactic “stream” a syntactic representation is formed, in the
semantic “stream” — semantic. At each step of the “stream” operation, the forecast of
the next element in the sequence is formed. This forecast is transmitted to other
streams and influences the formation of each representation of the phonemic sequence
accordingly. The final representation of the phonemic sequence determines the degree
of understanding of the received message by the agent.

5

Model of distortions caused by interference

According to existing research, in the English speech produced by a native speaker of
the East Asian languages (EA bilingual), the phoneme can be:
 Pronounced according to the statistical standard of the English language;
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 Replaced by another (analogue in the native language, or allophone);
 Replaced by phoneme string (+ segmentation);
 Deleted (– segmentation).
Correct (corresponding to the statistical standard of the English language)
realization of phonemes in English speech produced by EA bilingual depends on:
 The presence of an acoustically identical phoneme in the native language (if
such a phoneme exists in the native language of a bilingual, it will be used
with high probability).
The replacement of the phoneme in English speech produced by EA bilingual
depends on:
 The presence of an analogue of this phoneme in the native language, in case
the phoneme itself is absent (the analogue from the native language will be
used with high probability);
 Neighboring phonemes (a phoneme can be replaced with another one if the
production of such an option requires less articulatory effort than the correct
one);
 Allophone distribution in the native language (instead of the correct phoneme,
an allophone from the native language, not accepted in English, can be used).
Removing a phoneme in English speech produced by EA bilingual depends on:
 The presence of this phoneme in the native language (the phoneme can be
deleted if it is not present in the native language of EA bilingual);
 Neighboring phonemes (a phoneme can be deleted if pronouncing such an
option requires less articulatory effort than the correct one).
The addition of phonemes in English speech produced by EA bilingual depends
on:
 Neighboring phonemes (a phoneme can be added if pronouncing this variant
is less effortful than the correct one).
The word (or sentence) stress in English speech produced by EA bilingual can be:
 Delivered correctly;
 Transferred to another syllable;
 Put on the right syllable and on another syllable, which is unstressed in
standard pronunciation;
 Transferred to several other syllables, which are unstressed in standard
pronunciation;
 Deleted.
As a result, there is a violation of the spectral and temporal characteristics of the
speech signal, which leads to failures in recognition. A more detailed description can
be found in [40].
In order to implement this process in the model, let us assume that there exists
some kind of standard (typical / reference) representation of a language — such a
subset of elements possessed by the agents associated with native speakers of a given
language and with bilinguals possessing the structure of the given language (used by
them as a lingua franca in certain communication contexts) at high level. Another
group of agents associated with late bilinguals, having medium and low level
proficiency in the given language (used by them as a lingua franca in certain
communication contexts), are considered to only partially possess the above-
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described subset of the standard (typical / reference) representation of the given
language. Missing elements are replaced in it with the elements of the subsets existing
in these agents’ native language.

6 Simulation of the communicative process in a heterogeneous
group
In the model of the communicative process, there are three important phases:
1. Generation and transmission of the message;
2. Receiving and decoding a message;
3. Feedback.
Let us consider these phases in more detail.
Message generation is the formation of such a sequence of language elements
from a subset of the active (used in speech) agent language, which follows the syntax
rules of the active agent language and corresponds to the connections in its semantic
network. During the transmission, the message may be distorted, for example, in case
a noisy communication channel is used.
Decoding of the received message takes place on the basis of a subset of the
passive (understood) agent language, as a result of which an understanding coefficient
is calculated. The continuation of the communication process between agents depends
on the value of the coefficient.
In the course of the communicative process, agents “acquire” the language of each
other — they copy and accumulate a language resource from each other's subsets.
In addition to the language resource, agents in the model may have such
parameters as the desire for new communication links, the desire to maintain the
current communication link, the desire to maintain communication links with those
agents for whom a high coefficient of understanding is obtained, etc. This will give us
the opportunity to simulate various communication situations.

7

Scheme of the software system

Figure 5 shows the design of the simulator.
The main element of the simulator is a step-by-step module of the communicative
process. It employs two key submodules implemented for each agent: an input speech
signal generator and a decoder that works on the principle of three-stream processing.
The generator uses a model of foreign-accented speech, developed by
V.L. Zavyalova [47]. The model describes the configuration of changes that occur in
English speech produced by EA bilinguals as a result of phonetic interference (i.e.,
mutual influence of the phonetic systems) of the bilinguals’ native language (Chinese,
Japanese or Korean) and their second (foreign) language (English).
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Figure 5. Architect-contextual diagram of the software system

To create a speech signal processing algorithm, an ontological model of the subject
area is used, which describes modern ideas of specialists about the functioning of the
human brain. As a result of the decryptor's work, the sequence of the input signals is
displayed on the semantic network, which demonstrates the degree of speech
understanding. Changing the parameters of the simulator will provide an opportunity
to reproduce various communicative situations.

8 Conclusion
The developed software system is designed to simulate the process of speech
production and perception with possible violations in context of non-native language
communication. Variable parameters will allow reproducing various communicative
situations, as well as different states of the speaker / listener, including conditions of
his/her current subsets of elements in the given language, efficiency of mapping
procedures and other recognition-related aspects. Attention is considered a key factor
affecting successful recognition, as it can be directed to various facets of speech
(phonological, semantic, etc.). In addition, speech signal noise and context awareness
can play a significant role in communication.
Currently the software system is in the project development stage. After the
completion of its implementation, it is planned to conduct model experiments that will
demonstrate the degree of influence of various factors on the production and
perception of speech with features of foreign accent. The project described forms an
integral part of the comprehensive study conducted by the Department of Linguistics
and Intercultural Communication, FEFU, the overall results of which will have
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implications for the improvement of the real economy sector of the Russian Far East
and Russia’s interaction with neighbouring APR countries.

References
1.
2.
3.
4.
5.
6.
7.
8.
9.
10.
11.
12.
13.
14.
15.
16.

Adami, C., Brown, C.T. Evolutionary learning in the 2D Artificial Life system 'Avida'. In
Artificial Life IV, edited by R.A. Brooks and P. Maes. Cambridge, MA: MIT Press. P. 377
Artemieva I.L. Ontology Development for Domains with Complicated Structures, Lecture
Notes in Artificial Intelligence 6581, pp. 184-202. Springer, Heidelberg (2011)
Batterink L., Neville H.J. The Human Brain Processes Syntax in the Absence of
Conscious Awareness. The Journal of Neuroscience. Vol. 33. Is. 19. pp. 8528-8533 (2013)
Berezutskaya J., Freudenburg Z.V., Güçlü U., van Gerven M.A.J., Ramsey N.F. Neural
Tuning to Low-Level Features of Speech throughout the Perisylvian Cortex. The Journal
of Neuroscience. Vol. 37. Is. 33. pp. 7906-7920 (2017)
Bornkessel-Schlesewsky I., Schlesewsky M., Small S.L., Rauschecker J.P.
Neurobiological roots of language in primate audition: common computational properties.
Trends in Cognitive Sciences. 2015. Vol. 19. Is. 3. pp. 142-150 (2015)
Buchsbaum B.R., Lemire-Rodger S., Bondad A., Chepesiuk Recency A. Repetition, and
the Multidimensional Basis of Recognition Memory. The Journal of Neuroscience. Vol.
35. Is. 8. pp. 3544-3554 (2015)
Burtsev M.S., Gusarev R.V., Red’ko V.G. Investigation of Mechanisms of Goal-Oriented
Adaptive Control. Journal of Computer and System Sciences International, Vol. 41, No. 6
(2002)
Chan A.M., Baker J.M., Eskandar E., Schomer D., Ulbert I., Marinkovic K., Cash S.S.,
Halgren E. Anteroventral Temporal Lobe Category Selectivity. The Journal of
Neuroscience. Vol. 31. Is. 49. pp. 18119-18129 (2011)
Chevillet M.A., Jiang X., Rauschecker J.P., Riesenhuber M. Automatic Phoneme Category
Selectivity in the Dorsal Auditory Stream. The Journal of Neuroscience. Vol. 33. Is. 12.
pp. 5208-5215 (2013)
Davis M.H., Johnsrude I.S. Hierarchical Processing in Spoken Language Comprehension.
The Journal of Neuroscience. Vol. 23. Is. 8. P. 3423-3431 (2003)
Dhond R.P., Buckner R.L., Dale A.M., Marinkovic K., Halgren E. Spatiotemporal Maps
of Brain Activity Underlying Word Generation and Their Modiﬁcation during Repetition
Priming. The Journal of Neuroscience. Vol. 21. Is. 10. pp. 3564-3571 (2001)
Ding N., Pan X., Luo Ch., Su N., Zhang W., Zhang J. Attention Is Required for
Knowledge-Based Sequential Grouping: Insights from the Integration of Syllables into
Words // The Journal of Neuroscience. 2018. Vol. 38. Is. 5. P. 1178-1188.
Erb J., Henry M.J., Eisner F., Obleser J. The Brain Dynamics of Rapid Perceptual
Adaptation to Adverse Listening Conditions. The Journal of Neuroscience. Vol. 33. Is. 26.
pp. 10688-10697 (2013)
Friederici A.D., Bahlmann J., Friedrich R., Makuuchi M., The Neural Basis of Recursion
and Complex Syntactic Hierarchy, Biolinguistics № 5.1-2, pp. 087-104 (2011)
Friederici A.D., Steinhauer K., Pfeifer E., Brain signatures of artificial language
processing: Evidence challenging the critical period hypothesis, PNAS vol. 99 no. 1, pp.
529–534 (2002)
Gagnepain P., Che´telat G., Landeau B., Dayan J., Eustache F., Lebreton K. Spoken Word
Memory Traces within the Human Auditory Cortex Revealed by Repetition Priming and
Functional Magnetic Resonance Imaging. The Journal of Neuroscience. Vol. 28. Is. 20.
pp. 5281-5289 (2008)

185
17. Grisoni L., Miller T.M., Pulvermüller F. Neural Correlates of Semantic Prediction and
Resolution in Sentence Processing. The Journal of Neuroscience. Vol. 37. Is. 18. pp. 48484858 (2017)
18. Hickok G. The cortical organization of speech processing: Feedback control and
predictive coding the context of a dual-stream model. Journal of Communication
Disorders. Vol. 45. Is. 6. pp. 393-402 (2012)
19. Hillis, W.D. Co-evolving parasites improve simulated evolution as an optimization
procedure. Artificial Life II: Proceedings of the Second Artificial Life Workshop,
Redwood City CA: Addison-Wesley. pp. 313-322 (1992)
20. Holland, J.H., Holyoak, K.J., Nisbett, R.E., Thagard, P. Induction: Processes of Inference,
Learning, and Discovery. Cambridge, MA: MIT Press. (1986)
21. Kleshchev A.S., Artemjeva I.L., A mathematical apparatus for domain ontology
simulation. An extendable language of applied logic, Int. Journal on Inf. Theories and
Appl. vol 12, № 2, pp. 149-157. ISSN 1310-0513 (2005)
22. Kleshchev A.S., Artemjeva I.L., A mathematical apparatus for domain ontology
simulation. Logical relationship systems, Int. Journal on Inf. Theories and Appl. vol 12, №
3, pp. 265-271. ISSN 1310-0513 (2005)
23. Kandylaki K.D., Nagels A., Tune S., Kircher T., Wiese R., Schlesewsky M., BornkesselSchlesewsky I. Predicting “When” in Discourse Engages the Human Dorsal Auditory
Stream: An fMRI Study Using Naturalistic Stories. The Journal of Neuroscience. Vol. 36.
Is. 48. pp. 12180-12191 (2016)
24. Kilian-Hütten N., Valente G., Vroomen J., Formisano E. Auditory Cortex Encodes the
Perceptual Interpretation of Ambiguous Sound. The Journal of Neuroscience. Vol. 31. Is.
5. pp. 1715-1720 (2011)
25. Kimppa L., Kujala T., Leminen A., Vainio M., Shtyrov Y. Rapid and automatic speechspecific learning mechanism in human neocortex. NeuroImage. No. 118. pp. 282-29
(2015) - 22
26. Kocagoncu E., Clarke A., Devereux B.J., Tyler L.K. Decoding the Cortical Dynamics of
Sound-Meaning Mapping. The Journal of Neuroscience. Vol. 37. Is. 5. pp. 1312-1319
(2017)
27. Langton, C. G. (Ed.) Artificial Life: The Proceedings of an Interdisciplinary Workshop on
the Synthesis and Simulation of Living Systems, Redwood City CA: Addison-Wesley, 655
p. (1989)
28. Langton, C. G., Taylor, C., Farmer, J. D., and Rasmussen, S. (Eds.) Artificial Life II:
Proceedings of the Second Artificial Life Workshop, Redwood City CA: Addison-Wesley.
854 p. (1992)
29. Leonard M.K., Bouchard K.E., Tang C., Chang E.F. Dynamic Encoding of Speech
Sequence Probability in Human Temporal Cortex. The Journal of Neuroscience. Vol. 35.
Is. 18. pp. 7203-7214 (2015)
30. Lewis M. P., Simons G.F., Fennig Сh.D. (eds.). Ethnologue: Languages of the World,
Eighteenth
edition.
Dallas,
Texas:
SIL
International
(2016)
URL:
http://www.ethnologue.com (access: 26.09.2018).
31. Ley A., Vroomen J., Hausfeld L., Valente G., De Weerd P., Formisano E. Learning of
New Sound Categories Shapes Neural Response Patterns in Human Auditory Cortex. The
Journal of Neuroscience. Vol. 32. Is. 38. pp. 13273-13280 (2012)
32. Liebenthal E., Sabri M., Beardsley S.A., Mangalathu-Arumana J., Desai A. Neural
Dynamics of Phonological Processing in the Dorsal Auditory Stream. The Journal of
Neuroscience. Vol. 33. Is. 39. pp. 15414-1542 (2013)
33. Mechkovskaya N.B. Obschee yazykoznanie: Strukturnaya i sotsialnaya tipologiya
yazykov. Moscow 312 p. (2001) In Russian
34. Mitchell, M., Crutchfield, J.P., Das, R. Evolving cellular automata with genetic
algorithms: A review of recent work. In Proc. of the First International Conference on

186

35.
36.
37.
38.
39.
40.
41.
42.
43.
44.
45.
46.

47.

Evolutionary Computation and Its Applications (EvCA'96). Moscow, Russia: Russian
Academy of Sciences (1996)
Moser D., Baker J.M., Sanchez C.E., Rorden Ch., Fridriksson J. Temporal Order
Processing of Syllables in the Left Parietal Lobe. The Journal of Neuroscience. Vol. 29. Is.
40. pp. 12568-12573 (2009)
Mo¨tto¨nen R., Watkins K.E. Motor Representations of Articulators Contribute to
Categorical Perception of Speech Sounds. The Journal of Neuroscience. Vol. 29. Is. 31.
pp. 9819-9825 (2009)
Murakami T., Kell Ch.A., Restle J., Ugawa Y., Ziemann U. Left Dorsal Speech Stream
Components and Their Contribution to Phonological Processing // The Journal of
Neuroscience. Vol. 35. Is. 4. pp. 1411-1422 (2015)
Ray, T. S. An approach to the synthesis of life. Artificial Life II: Proceedings of the
Second Artificial Life Workshop, Redwood City CA: Addison-Wesley. pp. 371-408
(1992)
Shahin A.J., Backer K.C., Rosenblum L.D., Kerlin J.R. Neural Mechanisms Underlying
Cross-Modal Phonetic Encoding. The Journal of Neuroscience. Vol. 38. Is. 7. pp. 18351849 (2018)
Shaidullina D.S., Zavyalova V.L. K voprosu o trudnostyah sinhronnogo perevoda
angliyskoy rechi nositeley yazykov Vostochnoy Azii. Sotsialnye i gumanitarnye nauki na
Dalnem Vostoke vol.2 #50 pp. 142-149 (2016) In Russian
Shtyrov Y., Nikulin V.V., Pulvermüller F. Rapid Cortical Plasticity Underlying Novel
Word Learning. The Journal of Neuroscience. Vol. 30. Is. 50. pp. 16864-16867 (2010)
Sohoglu E., Peelle J.E., Carlyon R.P., Davis M.H. Predictive Top-Down Integration of
Prior Knowledge during Speech Perception. The Journal of Neuroscience. Vol. 32. Is. 25.
pp. 8443-8453 (2012)
Swaminathan J., Heinz M.G. Psychophysiological Analyses Demonstrate the Importance
of Neural Envelope Coding for Speech Perception in Noise. The Journal of Neuroscience.
Vol. 32. Is. 5. pp. 1747-1756 (2012)
Wild C.J., Yusuf A., Wilson D.E., Peelle J.E., Davis M.H., Johnsrude I.S. Effortful
Listening: The Processing of Degraded Speech Depends Critically on Attention // The
Journal of Neuroscience. Vol. 32. Is. 40. pp. 14010-14021 (2012)
Yaeger, L. Computational genetics, physiology, metabolism, neural systems, learning,
vision, and behavior or Polyworld: Life in a new context. In Langton C.G. (ed). Artificial
Life III. Addison-Wesley, pp. 263-298 (1994)
Yvert G., Perrone-Bertolotti M., Baciu M., David O. Dynamic Causal Modeling of
Spatiotemporal Integration of Phonological and Semantic Processes: An
Electroencephalographic Study. The Journal of Neuroscience. Vol. 32. Is. 12. pp. 42974306 (2012)
Zavyalova V.L. Zvukovoy story angliyskogo yazyka Vostochnoy Azii: kontseptsiya
regionalnogo foneticheskogo varirovaniya: diss. …d.philol.n. Vladivostok, 584 p. (2018)
In Russian

